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The power, flexibility and reliability for any scale of installed sound system.

The choice of conferencing products from the Soundweb London family brings the quality and reliability of

Whether a SO | O Or a fu I I ensem ble, SOU ndweb London del ive rS the pe rfect pe rfo rmance. BSS Audio to your conference room. BSS Audio offers simple integration with POTS (Plain Old Telephone

Service) systems and VolP / digital phone systems. Whether you require standalone conferencing solutions
or an integrated solution with a BGM (background music) and paging system, Soundweb London offers the

building blocks of a tailor-made system.
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AEC Algorithms

BSS Audio offers both a full-bandwidth
AEC algorithm and the original 8kHz-
bandwidth AEC algorithm. A property
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